FONET adapter opsaetning for Linksys PAP2T. 110927

Nedenfor finder du opseaetningen af en PAP2T adaiptén Fonet konto.

Laes dette inden du fortseetter:

Ansvarsfraskrivning

FONET patager sig intet ansvar for driftstab, fabtjeneste eller andet indirekte eller afledt saim

falge af fejl eller driftsforstyrrelser, forarsagsteventuelle fejl eller mangler i denne vejlednoy naevnte
software, samt fejl eller driftsforstyrrelser sokylsles omstaendigheder i gvrigt, som ligger uderdémne
vejlednings og neevnte softwares virkefelt - fx nedbaf Internetopkobling hos Internet-udbyderentsam
udbyderen af IP-telefoni (ITSP). Ligeledes kan FONEke drages til ansvar for eventuelle fejl eller

skader samt fglgeskader efter far naevnte fejl seenteelt matte opsta i forbindelse med brugerees eg
fortolkning eller brugerens anvendelse af dennkeglajng og naevnte software.

Brug af denne vejledning og hele dens indhold, sarbrug af neevnte produkt til det omtalte formal sker pa
brugerens eget ansvar.

Du kan finde adapterens IP-adresse ved at |gfte rgt pa telefonen og taste 4 stjerner. Nar du
hgre en engelsk stemme taster du 110# . Hvoreftedr@ssen bliver oplaest pa engelsk. Eksempel:
192.168.000.104.

Du indtaster sa falgende i din browser:

http://192.168.0.104 Derved far du falgende billeder. Tryk pd Admin Lagin og Switch to
advanced view

SIP User ID: Brugernavn (findes pa 'Mine Sider’ under Lokalnumre)
Authenticate ID: Brugernavn (findes pa 'Mine Sider’ under Lokalnumre)
Authenticate Password: Adgangskode (findes pa 'Min&ider’ under Lokalnumre)
Name: Dit navn

Caller ID Scheme: Kan seettes alt efter hvilken tefen du tilslutter

Husk!
Nar du har foretaget eendringer, skal du ga nederspa siden og trykke pa : Save Settings



Nedenfor ser du de felter, der skal eendres i fartibbtandard opsaetningen.
Husk at skifte til ‘Advanced view’ sa felterne ses.

Du kan med fordel benytte ‘Cut&Paste’

System tab

1)

Frmary NIF Server: - |ntptdle dk (changed from blank)

SIP tab
1)
SIT1 RSC: 404, 484, 503
=IT3 RSC: 577
(both changed from blank)
2)
RTF Packet Size: 0.030 RTF Packst Size: 0.020

changed t



Regional tab

1)

Dial Tone: BO@15.440€15100/0/12  changedto  425@-19:15(*/0/1)
2)

Busy Tone: £E0E@-T9.820€-151005/51+2)  changed to  425@-19;15(.25/.25/1)
3)

Off Hook Warning
Tone:

Ring Back Tone: 425@-15.71/411)

Off Hook Warming [480@-10,620@0:10(,125/.125/1+2)

Tone:
Ring Back Tone: 440@-19 480@19,7(2/41+2)

475@-3 5% 25/ 25/1)
changed tc

Full text shown here, ready for copy — paste:
425@-3(R5/.25/1)

425@*(2/4/1)

4)

SIT1 Tone: 985@-16,1428@-16,1777@-16:20(.380/0/1,.380/0/2, 3

SIT2 Tone: 514@-16,1371@-16,1777@-16,20(.274/01,.274/0/2..3

SIT3 Tone: 514@-16,1371@-16,1777@-16:20(.380/0/1, 380/0/2, 3
Changed from:
SIT1 =
985@-16,1428@-16,1777@-16;20(.380/0/1,.380/0/2/(88®/4/0)
SIT2=
914@-16,1371@-16,1777@-16;20(.274/0/1,.274/0/2/(88®/4/0)
SIT3 =

914@-16,1371@-16,1777@-16;20(.380/0/1,.380/0/2/0B3D/4/0)

changed to (full text for those 3 fields is shovaréhready for copy — paste):

ST1 Tone: 550@-16,1400@-16,1200@-16;20(.33/01,.33/0/2, .33/
SIT2 Tone: 425=-16,15(.25/ 25/1)
SIT3 Tone: 425@-16,15{.128/1251)

SIT1 = 950@-16,1400@-16,1800@-16;20(.33/0/1,.33/8320/3,0/4/0)
SIT2 = 425@-16;15(.25/.25/1)
SIT3 = 425@-16;15(.125/.125/1)

5)



Ring Wawveform: Ring Frequency: |2=|}

Ring Voltage: |Eﬁ | CWT Freguency: |M{}@-‘I[}
changed to

Ring Wawveform: Ring Frequency: |51}

Ring Woltage: |25 | CWT Freguency: |425@-10
6)

Hook Flazh Timer Min: | 1 Changed t'lrluukFIashﬁrrrerr.iin: 08

7

Interdigit Short Timer: |3 Changed t‘rlnterdlgrt Short Timer: |4

8)
Time Zone: GMT+08:00 |» FXS Port Impedance: | 600

changed to

'ﬁme EI:; ne: GMT=01:00 » I-:KS F‘|:||;t Impedance: | 270+ 7500150nF

9)

FXS Port Input Gain: |-3 FX5 Port Qutput Gain: |-2
changed to

FXS Port Input Gain: |-4 FXS Port Output Gain: |-4
10)

Caller ID Method: | Bellcore{N Amer China) |+ | changed tiCaler [ Method: | DTMF(Denmark)
Linel tab
1)

MAT Mapping Enable: |no  » EnAaTbE?Ep Alvie




changed to

MAT Keep Alive

Enable: yes &

NAT Mapping Enable: |yes »

2)

SIP TOS/DiffServ Value: 0x68
RTP TOS/DiffServ Value: 0xb8

changed to

SIP TOS/DiffServ Value:
RTP TOS/DiffServ Value:

Denne justering kan veere ngdvendig i visse netvaerk.

3)

; R . Blind Attn-xfer Enable:| yes w
Blind Attn-Xfer Enable:| no  » changed t ¥e

4)

Prouy: Proxy: aw1 fonet.dk

changed t._

Proxy = gwl.fonet.dk er standard, men det kan i vie netveerk veere ngdvendigt at saette den til gwl.fendk:5070

5)

Dizplay Name: Uzer ID:

Pazsword: Uze Auth ID: no | w
Auth 1D:

Wini Certificate:

SRTP Private Key:

changed to
Display Mame: Mawn eller tekst User ID: Brugernawn
Password: Adgangskode Use Auth ID: yes ¥
Auth 1D Brugernavn
Mini Certificate:

SRTP Private Key:

Brugernavn og Adgangskode findes péa din Fonet kontier Lokalnumre.
Husk at du ikke ma anvende dine linjer/login paefladstyr samtidigt!




6)

Preferred Codec: G711 » Changed t(rF'referred Codec: G7la »

7

FaX Passthru Codec: [ G711a w

FaX Passthru Codec: | G711u |» Changed t
8)
Dial Plan: (o [3465]1 11000 [2-Shoocnod T [ 2-Shoooco: S Dhoooononm

full text = (*xx|[3469]11|0]00|[2-9]XXXXXX| LXXX[2@XXXXX S O|XXXXXXXXXXXX.)

changed to

Dial Plan: | (112S0]114S0J00X. [XXXXXXXX SOXX.*X.*X.*X . *X . [FX X.*>

full text, ready for copy — paste = (112S0|1188R||XXXXXXXXSO|XX.*X. *X.*X.*X.|*XX.*X.)

OBS:
SIP Port = 5060 er standard, men det kan i visse tweerk veere ngdvendigt at seette den til hhv. 5062let 5070.




Her ses alle siderne:

“JLinksys PAPZ Configuration - Packard Bell

Fler Rediger Yis Foretrukns  Funkbioner  Hisslp

eﬂlhaqe - Q - B @ ;h‘pﬁﬁq *Fmetrukﬂa @‘ Efz- :\; B - J ﬂ ﬁ

Adresse IE http:/f192,166, 15, 102fadminjadvanced

Tl E3sE | Hyperinks >

Google (G~ s b D B - | 3 eodanarks - B 14 blocked |

Check + - Adtolink + || AutoFll [ep Serdto=

() settings =

NKSYS®

A Division of Cisco Systems, Inc.

Phone Adapter with 2 Ports for Voice-Over-IP

Voice
Info [System SIP Prow g Regional Line1 Line2 User1 User2

Advanced View

System Configuration

| Restricted Access I
Domaing:

Enabls Wb Server:  [pes = wieb Server Port: |EU—

Enahle VWek Admin )

Access: | Admin Passwt —
| User Password —]

DHCP [ves =]
Static P: Methask: |
Gateway:

Optional Network

Hosthame: Domain:

Primary DNE: Secondary DNE:
DNS Server Order. Manual x DS Guery Morke: Parallel  x
Syslog Server Debug Server:

Debug Level 1) - Primary MTP Server:  |ntpl.tele.dk
Secondary MTP l_
Server.

& udrart B

| Internettet

NIEN




SIP Timer Values (sec)

Response Stat

RTP Parameters

SDP Payload Types

RFC 2543 Call Hold:

SIPT1 5
SIP T4 5

P Timer F [z
SIP Timer D [
INVITE Expires: T
Reg Min Expires: 1

Reg Retry Intvl: 30

ST RSC [a0a ama 502
T3 RSC: e

Try Backup RSC:

—

RTF Port Min [EZ
RTPPackstSizst  [nozn
RTCP T mtervat [0
Stats In BYE o =

NSE Dynamic Paryloac: | 100
IMFOREG Drynamic: l—

Saftzwitch Festures:
SIP T2 4

SIP Timer B 32
EIP Timer H 32
SIP Timer J. 32

RelhVITE Expires: a0
Reg Max Expires: 7200
Reg Retry Long Intvl: 1200

SIT2RSC
SIT4 REC,
Retry Reg RSC:

—
—
—

RTP Part Max: 16482

Max RTP ICMP Err: 0
Mo UDP Checksum: no x

AW Dyniamic Payload [101
G726r1 8 Dynamic ISB—
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Payload: Payload =l
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Response Stat

RTP Parameters

SDP Payload Types

NAT Support ameters

3P T |5

SIP T4 5

SIP Timer F [z
SIP Timer D [
INVITE Expires: ET|
Reg Min Expires: 1

Reg Retry Intvl: 30

SIT1 RSC [s04 484508
SIT3 RSC: 577

Try Backup RSC:

—

RTP Port hin; 16384
RTP Packet Size: 0.020

RTCP T Interval

—

Stats In BYE; no v

NSE Dynamic Payloac: |100
INFOREG Drynamic: l—

Payload:
G726+ 24 Dynammic lw—
Payload:
G726r40 Dynamic ISE—
Payload:

NSE Codec Mame:  [NSE
GT11u Codec Name:  |PCMU

G726r16 Codec Name: |G726-16

G232 Codec Mame: [G72532
G293 Codec MName: [G729a
G723 Codec Mame:  [Grzd

Handle V1A received |no
Insert %14 received no
Substiute VIS Addr: | no
STUM Enable no v
STUM Server: |

EXT RTP Port Min:

SPTZ: |4

S Timer B =
SIP Timer H ]
SIP Timer [ |

RelhVITE Expires: 30
Reg Max Expires: 7200
Reg Retry Long Intvl: 1200

SIT2RSC:
SIT4 RSC:
Retry Reg RSC

RTP Part Max: 16482
Max RTP ICMP Err: 0

Mo UDP Checksum: no x

AYT Dyniamic Payload [101
G726r1 6 Dynamic IQB—

Payloac
GT26r32 Dynamic |2—
Payvloact
G728h Dynamic ISB—
Payloact

£9T Codec Name: [telephone-svert |
G711a Codec Mame:  |PCMA

G726r24 Codec Name: |G726-24

GF2ErAD Coder Name:[G72540
GTosh Codec Mame: [G72%a0

Handls V1A rport: nox
Insert WI& rport nox
Send Resp To Src

Part: [0 :"
STUN Test Enable no x

EXTIP:
NAT Keep Alive Intvl: |15
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